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collective inputs from many manufacturers, and long term research on audio communications over IP 
and wireless channel. 
 
Speaker Biography: Dr. Gaoyong Luo is a Professor and has been heading the Department of 
Electronics Information at Guangzhou University. He has a Ph.D. in Electrical Engineering from 
Brunel University, UK. Since 1998, he has been with Buckinghamshire Chilterns University College 
and Buckinghamshire New University. He has taught thousands of students and supervised the work 
of master students and Ph.D. students. His main research interests are in the field of wavelets, spread 
spectrum communications, wireless positioning, remote sensing, audio coding, and power line 
communications, with expertise in coding and modulation theory and applications to communication 
systems. Dr. Luo has published over 70 refereed journal/conference papers and many patents. He is 
the author of Wavelets in Engineering Applications (Science Press, 2014). He is an IET member, and 
serves as a technical program committee member or session chair for a number of international 
conferences. He has given invited talks on signal processing, communications and internet of things 
technology. He serves as reviewer in many including IEEE and IET journals and conferences, such 
as IEEE Transactions on Image Processing, International Journal of Remote Sensing, IET Electronics 
Letters and International Symposium on Intelligent Signal Processing and Communication Systems. 
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